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1. Fzxh

MERELZHE LB AR RIGmTHE L
2%, MBEERIC X 2 REEORP, BFERMTOMERE, Web
FToBEREGLa YT UYDRODONMR Y TH 5. TEIX
Za2a—IW3y VT —=7EHWEMBILL bbb L HITk
D, XDEVHEETOERBHAIERINATVWS [1]. =2—7
Nty BT =2 FAWTHEHROF T, EEGIEAE TV & R
N2 FED, 77— X DERICHE U EKE» DI LE L T
2rW0WS e THEHEINTWS, EFEEFAICBVTD, T DYLHL
EFNERAVBHZER LI TWS [2],[3]. L L ZOFEE,
BB TRDIELF— X %%y NI =2 BT REND 5T
DICHEENZ VL W R Z2HED.

AHIZETIE, IEHE T VICB I 2 AR ORI Ea R 2, &2
ENRMBELZF LI TICHIB T2 2HBEELZDDTH 5.
Encoder, Decoder % Fl\W/={BHEZEM 2N 552 2T, A1En3
BT — X2 EM L2 OFCIRCE 7V OAERUEE a2 %
FITT2ZL T, HaIX MOHIRERELE L S TICERL
7=. ¥ 7z Noisy-Train & #4117z, Encoder, Decoder % Fll# 3 %
BUZ /A XDH 3T =R BNT —XERFHCHEHLEE T 3
FEEERA L.

2. MEKRMARE

21 BEEE@

SRS BRI L, RIEHEE 0 E NAOBR T — & x HE
BEINT—Ry=x+nPEIONL Z x ZHETLHHR
JEBT. FITE, YV IATF v Y ANDAEER D, L
FF v ¥ HIUEHE 220, EETE, HEEFAIIC = 2 —-F LRy
F7—27 (LT NN) ZHWS Z 8T, NN ZHWRWAHE, il X
VERREE O SRR REIE I 3 2 57 4] %, ANEoF ZRh~ L
ATETATETV Y ITEIHEDBIRELD DEVIEE 2 E
ML TW3.

NN % W 2 FFEEFAIIC B W T, B NN IZEH Clean
BERE x ZHEEEE B (1] R, ARBEBEERICB VT y
D7 =V ZFE(EEARTZ bR F T L) I DRE x HH
KT 2DEERT B ~YR T BAERT 571 (6,171, VAE [8] %
W= EFMA 0] REhH 5. OEFHEEFHCBVT &
WS 2 U 72 TR, oA A v b 7 — 2 (Generative
Adversarial Network, GAN [10]) iIC & 2 b DTH 3. &5
12 GAN %5 U 7= FiEI2iE MetricGAN+ [11] 23 3. Lo L
GAN 21, 5 IR & 3 NN OB REE & 72 2 D
D3, FDORIES R MRRL DD GAN IZVLHiT 2 KR 2R L
TWVWBFEPRIBRZIEHET NV TH 3.
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2.2 WEETIL

2.2.1 IERCE TV O HARIYEERRE

ERETMCE LN 2 FEE, IEET VXN 5 F
EDH 5. WHET LV, NRETET7 -0 4 X DIk
LT EREETULLEZD DT, ZOMBRERIlS Z &
T, JARXBBALIT = ZPHLT — R LT 2HETH
3. ZOWBRICH IR ) A XK EEAD ) 4 X LTAN
FTBZET, JAZXHBEBEALTOWRWALLDOERDD 55—
REHNIEDZZNTES. ARETERA7ITE SR WL
ETNERATIZEBEHETNVCHELTHENT S (Ra7
IZOWT I ).

Z2aA 7 E SR WERET L DDPM [12] 1F, =2 —F L% v
M= EDEI BT VAR A XM EINT WS —a—
INFy NI =T IHEESEEFETH . £, TRATv 7D
JAZMNMEERTS. 05t £T-125t+1 A NDT—XD
B (EAMEIERZ L 2T 5. ) %, x4 =1 - Brxe +VBiz &
BB B RT Yy TIZBITB /4 AMMOKEXERT A
R=RFGR—=K,7: ~N(0,1) TH3. §5&,x(2%b Clean
BTF=2) et BEZONI T x ZIFICHETE2 X512
Y, Ex D x NOEBOGICFIETE S X512k 3.
T2L, ZHUTE D NN DD 7DD, t 2T v FI2BI 3 7
PHE X B ZERER Y, x7 226 T A7 v TOWBREET x
I3 BEIEEZEHTE, BREIHEGR, OF D EGPEHE AN T
270t Arib.

237K BIEBE TR, [13] ICTEA SN, UL, T
53 7725 (Stochastic differential equation, XL SDE) % JT
WENMED R ENS. 3, /4 XOPEEF AT H 2 B % DL
Tk ERLT 3.

= f(xp)dt+g(t)w, 0=t=<T (1)

X tICBIT BT —RDIRET, xg DS/ 4 XD 07> TV
F—RIHET 3. FIERY 7 MR RINR, X7 PLERT
BT H 2. g 1ITIERURER & MuEh, R0 5 — ([l %K $RI%T, 7][]
A5/ AXDEIERT. wldv 4 —F—@ETHS. f,g1
KRB IC L DA RERD R IND. ZhoOWi/hd SDE I3,
(4] [13] 1T & D RD &S ITERILTE 3.

dx; = [=f (i) + 9V, log py (x1) | dr + g(1)dw, 0 < 1 T
(2)

Vi, logpi(xs) YR A7 EWHIND. pr(x) 1Zt 2BT 2 x D
WRANMTHD, ZORATEHET DI LH, NNOHNL
BB Fl, Wt BT 25 0 TTHHEEIY > =GE0E
Wy 4 —F—BETH 2. MEMDAENR K 2) 2itic, av
Ea—RIZ ) A XD Dol T —R xp ZHWHTANER 4 X
’2?%67?‘22&& BEARRZIN TV S, B o & ML FEITA A

CHUE (151 TH B, 2R, T 2 NEDO R T v Fi20E
L,ﬁﬁﬁﬁ(ﬂ’ﬂ&&@kﬁ%?ﬁix_éﬂ:—&f%%. FI-EREE R ER LT
W3 FIRIC, 2 a7 #EA L7 SDE (23 A "]/ PC-Sampler
[12] 23 5.

2.2.2 JEBLE TV R B - B A A

ERET A2 EAEBRINCCH T 2ADTFET . 2720, 4
BET ML HDN TV BRILEE TV [12] TIEH YR/ 4
ZDADREEMELTWE. BHFEMFATE, HEIHS /4 X
W3k & I FEEE, B 2 W EARZE TR W7z VOICEBANK-DEMAND
[16] TIISRDOMIESRROBEFRENDH 270, LEET LD
ATV AL EZDOEEFATZ 2 LITTERY,

A3 7 & SRWIEECE TV E W2 B RGO FI%, CDif-
fuSE [2] 285 3. ZAUL, EATANC AT v THKREL K BI120oM0,
HORI A RIZFTRLAIEAT VR ) 4 X GREHEE 22 DRA
FTHLVWIEIRCERMLEZDDTH 3.

A AT &K BIECE TR AW EEEFAOBNE, AEERT
Baseline ¥ L7z SGMSE+ [3]1 3% %. Z4uUd, & (1) TBWVWTD
fg B, UTOEIICERLEZDDTH 5.

f(-xt,!/) =

g<z)=(rmm(‘;“"f“) 2log( “‘“") @)

‘min Omin

Yy —xt) 3)

CDESICEBRTAILT, R21EBIBRa7AUTDLS
WCEHETE 3.

V., logpi (x) = —’% ®)
ux,y,1) = e Vxpg+ (1-e "y (6)

U'iin ((O'max/O'min)2’ - e_27”) log (0max /T min)
o(f)? =

v +10g(0max /O min)

(N

T,y LIXEREME DR >/ EFTH 5. 0maxs Tmin (&2
AR=F XA =& T, SGMSE+ TIlX 0max = 0.5, oypjn = 0.05 &
BEXIN/Z. vy 13 THX ) b REINZ,x0 25 y NBEBT B8
ST EANA =T X =K T, y=15 LREINE. 20D
XoWEHLT L LT,

por (xt1x0, y) = Ne(xes u(xo, y, 1), o7 (1)*1)

D, IS 31200, x; DFE y NHNET 2 X 5127k
%. SGMSE+ [3] | CDiffuSE [2] IZLEEHEEE 2 R L 72,

2.2.3 FHHEEHAIR

PERCE 7L T, #ERIRIE 7 — X 2 EEEI NN ISES Z 2 T,
REIWCIAXBRET 20 BRTHL b, ffHEaX
DRELRZEWSHEEDH B, Zhoffhkz Hig L= 4
R D 5. HHEEBAIRO AT LT, O R 7 v 7
BEROT7LIV ZLRBREPERINTVS. Ra7Ii2&s
2 WVIEBCE F T O WT, DDIM [17] 235 3. ZAURIERCER D
EFRAZEZ DI 2I12&D,DDPM [12] ZEHET % X b —fktt
DEVBREZEH L5 X T, ZADBEREORT v TR T
WEEZHNTE 5 Z e 2R L, ER72 DDPM [12] Tl L
7NN IZZ D ¥ FHAMRERERDOR T v THEERETE
WEREEEH L2500 THS.

A a7 & BIE T M T 23R EHIO LTI L



Noisy Cl

audio [FT)

Diffusion
(reverse SDE)

| Deco
[FET)

der

yuey

[FF.T)

1 JERER r 2B 2 BEFHEOMM T 0L R, [ 13T —RDXTE

x7.

T, [18] &, ¥k & BRILELE T VISR T X % Sampler % NN & L
TR T2 HERRRE L. 72, DMCMC [19] 1&, AT v 7
WCBIFD /A XDORKEXEHET 2 HLEII/NE 72 NN 27212
BALE., 202 D23W@ETHNIWRT v TREHRE LTS
ETHHERTEZRBLIZZEZRL, NEWRT vy THTOD
ERE XD ERNZD DL Lz,

¥ 7z, B AE BT BT 2 HIERAR 20] Z2)SH LWL D 5
21]. 24U, KRERRT v TR TOHRETEE Shi-HiftT
NETUS, PRVRT vy TREAERETNVCFEER I LIk
BOBTZ kD, NERAT v PBTERT 2T AT
WT2FETH 5.

2.2.4 ETEZEROFA

AutoEncoder [22],[23] % VAE [8],[24] 2381} 2 BfE% M & 13,
7 — &% Encoder IC X D BEBHL7zZ 2Ic X hERE N3 3EM D
ZeTHD. BIEZEMZHWIAREE T L e LT, Bifg4 iz B
9 & L7z Latent DIffusion Model [25] 23% 5. Z AU, B{RARAH
JEFER DR VAT R 7 — 2 (Perceptual stage) &, [EMEZRD EW
BRI R 7 — (Semantic stage) IZ7EN X2 LW RFD S,
AutoEncoder ®°® VAE B L72bDTH 5. F/-, BEF T —X
DILFNIEAE 22 L HEECE 7L % Fl W58 & LT AudioLDM
[26], AudoLDM?2 [27] 23 5. Z 3L 5 Z Latent Diffusion Model
[25] L FIBRDREHD D &, FRBEEBICER L - BR T — & %,
VAE % FWCIBTEZE I B4 U, Reih & &R0 i U E
T AL WVWHIFEEN -7z 72720 20 sid v Ld Channel
DRITLEEPL L TE D, FHRRHROAMETIZ R L, BER L
PEENE LR TH 5.

3. REF &

3.1 BEZEOFA

BIEZEBDORXRTTZ, TTDORIL & D H/N& < F % Encoder, De-
coder(LIEZ D 2 D% KT BRI EncDec & 1%9) 2 HET 3.
Z OBTEZEM O CHE 2 FA1TT 5. WHREIC BT 5, S
T = ZORTEHANS TR, ZOHFHH AR PIELLZDT
TR HBE LU T a2 (K1) £ 725,

ARFER Tl EncDec 1& VAE Tld7% < #% @ AutoEncoder T
BHBD, ZDEFEHVD LFBIEZEFITBVWTDT — X DIED,
Encoder IZ X 2RO T — X & K& BIRLA[REMEDH 5 &
WS BRED D 5. AHFZETUE, Encoder D H /71T tanh BA%K % 2
B, ETeFIT & 27— ROFEMERZEDZEL HMRFE L 72,

3.2 Noisy-Train

EncDec % FII#3 % BRi21E, EncDec 12 b HEERZEICEH LMATS

ean

2 Noisy-Train D 7LV X A

“#n 2o Algorithm 1 Noisy-Train

1: while not Converge do

2 a « Uniform([0, 1])

3 Clean, N oisy « Dataset.Sample()
4 x «— a*Clean+ (1 — a) * Noisy
5: z « Encoderg (x)

6: % « Decoderg(z)

7 loss < Loss function(Clean, X)

8 Update (loss)

9:

end while
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POZEERT A TEZ L ZHFLC HICEHESRE
FEZERICEBRLIZOBIIETTTE S XS5 ITNN 2Lz T
1372 <, K2 TRENB X 512, Noisy 2 H A % Clean 2 F 12
EfixEoh s X5 RilEE L. ZoMBEIZ X b, B2 Clean
REFRDOATIM LGS (K2 T, Hi<e=10 & LEHH)
L DOREEEIE 5. TRT.

4. % B

4.1 ETFIEE

BEFIHEIZ, S ICHE 2 NN 23 EncDec, Diffusion ® 3 D ¥
B, INSDT7—FT7F ¥ IERT([12] KIBRXATWV
NCSN++ Z W 5. NCSN++ OREIR X 3 TRSNDDDTH
D, U-Net i/ e 2o TW 3. K3 2B 3, flZIEAN
EEDORITIE [4,F,T] TH 3 & 512, Residual Block % &3 PUfg
JED ¥ 7213 T2 255413 Channel DRIT% RS

31281F % Residual Block i [3] I THEHONLT WS S D EAH
Fi U7z. Uplayer, Downlayer (&, Bz ke a2 2L S & 2 A TIE
72 £, Groupnorm [28] RHRA > OV RJEE 7 4 L& (FIR) [29]
72 ¥ DEB DI E HAAATEEY 2 — LT, BigGAN [30] 12T
REINTAMEETH 5. ProgUp, ProgDown &, FIR DA% FWT
RICDEMERIEK % FAT T 2HBETH 5. F 7=, Bottlenecklayer
I Residual Block =%° Attention JE 2 A A HLEIMETDH 5.

3 O AJIRICD Channel DEID 4 1&, HLHE 711 NCSN++
WA U5 EOBIET®H 5. Clean, Noisy BT —XDZhEh
DFEME BHEEBE LTNNIKANTEDT, 2D 4 XK —
VAR T . 3 TEB D% ResudualBlock D A 47D Channel
B VT, HANC T128 DfIfFICT 22 Z2RELTH 5.
Downsample 3" % B¢FE T D Residual Block DItk (0% H X 3 D
TEZEMl) @ Channel XJTiE, N = 6 DIFEIE (1,1,2,2,2,2,2)
f&Td 5. Upsample THEFETIXZOMHE 72 5. 2E NIt
NT () DEFFNDB—2Z 0D, & d M D Residual Block D
HAREDBLMECAI Y Y PLTOWRWSALTHS.

4.1.1 X 7T JE fi#

FEAfRZ r = 1/XF720 X ZARE) e Rl T2 75, 518
BITEHED 72 ORIt HEZ, Encoder DERFEH T OERIIC, B — %
YA XD (3,1), AT 4 R0 (X, 1), %7 4 7D (X+1,0)2

RLBHIABFERZHAT L TITS. BBZOHNH F/X



4 4t XN | i xN 4 2
5 4 4 E T
_m» . ! . i
;e g £ | [e> 2z
I s = . . c g
- » 1 o % 3 | -—
- w | [ — =0 | w w =]
e ' z £ | o
—_ i N o !
T ! i T | - ﬁ
S | '
f’; | : e Conv2D
a | 1 |
£\ ; i ! ; IE:> Downlayer
\"\ | 5 z 5 5 - %> ProgDown
{ = |y A I |y R (i
; : = z| ! ProgUp
boal z 8 i
- - I & 256 A :255 - Bottlenecklayer
’ e’ PoE s " II> Uplayer
T |
128 | | | Residual Block
4 128 i

7

3 HRHBET NS D NCSN++ D7 —F 77 F v K. HDNL T 2 HFIIMEE ORI R LTS,
Ny FH A4 DFEREINTO S, IFEREBOREAT, / 1INEEL T2 DB TT 2RE
T® 5. EncDec TiZ AJ1D Channel XTTH 2 & 745,

IO RELBSLBEWE, FLDBZE 2D XS ICRITTOHITED
BB EHIRT 5. TNEBMET VLB L7205,
Decoder (2 A 13 %R T TransposeConv2D J#HHE [31] 2175 &
©T, EM L2 RITE TR T . 2 D Transpose2D &, h—F L
H A XA (min(3, X), 1), A b 7 4 ¥ (X, 1), output padding 23
(max(X — min(3, X),0),0) TH 5.

B, EHET 20T 3 1B B F, 2% H EIEBOXITIC
BALTOATS. T, 0% DIFRIENCE UM U WBEHNG, #HEER
B O D HAT 2B TANT SN S HidkkA BRI PHEE X
N272DTHY, ZORIPFEDMEL D RV NCSN++ D
BRI EM T 2 CRITTH 0 ISR BIGEBD 205 TH 5.

JERRR DEEIC & o Tld, NCSN++ QUL 7 1 & 2 TRIT
T AMENRET S, FlZIE r = 1/8 1I2BWTIE, IEECE
FILD NN O 7 — & DRI, Encoder & & 3 UL DR D RIT
Z[F,T| T2 %,[F/8,T] 2k%. XR—2F 4> [3] Tid,
F=25,N=6TH2h5, K3 IZBVTORDFNIHT 25
ST, FEREDE D 212555 2 DHDRITIE (256/8)/(2°) < 1
Lo TLES. MIGIKE LT, [EMT 2 L OTHHELTL F
S EEK 3128 WT D Downlayer Tld 7 < il d Lizwy, 2L
EE L7

4.2 TRty k

AFEETIE, UTD 3207 &ty FEHWVE.

*  VOICEBANK-DEMAND [16]: HF a2 — A TH 3
VOICEBANK [32] &, 10 BOMEDPNF I NIRRT E T —
Xty b [33] ZRA LT —&+t vy b. LI VB-DMD t #§5.
VOICEBANK [32] 1213 28 DFE# (BRENZN 14 5%) 23D %
v bl 56 DFEELD DY b (BLENEFN28L) DD
M. DL 28 DFEENDH Ly EERT S, FEEH I TN
ZHHK 400 DFEFED D 5. A TIZEET 11572 OFGEET — X

B Y, FHliHTlE 824 i 5.

DEMAND 7—&+t v b [33] 1%, 18 OB LIRS LT W
%. Z®OHT, DKITCHEN, OMEETING, PCAFETER, PRESTO,
PSTATION, TCAR, TMETRO, STRAFFIC, o 8§ &% F|f L 7-.
Zhuchnz, [16] 12 THEIZ{E & 1172 Babble noise R H D
BT —& [32] 2 HAES NTz/NETDEE L), speech-shaped
noise(F 7 A4 b 4 XA EMIMENBHEOER) O, 5 10 %
HEL.. 7 —&2TlE, 2 2ho ) £ Z12DWT SN s
15dB, 10dB, 5dB, 0dB, #Hfifi 7 — & Tl Zz 24 17. 5dB, 12.5
dB,7.5dB,2.5dB OHFH 5 T VX MIBRXN-SFRTES
NFDO—ODHEFHIOE, —0oD ) L XERERESETED. 2h
FHOFRFE I —EDOAEH ST

* WSJO-CHIME3 [3]: V4 —L A MY =T v —FLDit
HBLETTHZ WSI0[34] &, EFRHKa > RT 4> a>d 3rd
CHiME Challenge (2 THE X172 CHIME3 [35] ZIR& L7727 —
v b, DI WSI-C3 ¥ B3 . WSIO i, JIfA &5t 12776
TDOFGEND % si_tr_s T—Xt v b, FHEFAICIEET 699 fHDFH
FED B si_et 05 DY Ty FHBHVSNIZ, CHIME3 ® ./ A
RF—=RIF, ATz, P¥ 7 ay, REANZOEHR, BITE
ATV 7D 4fETH%. SN ik 0dB 25 20dB O—HED 1 TH
3. ZhZNOFRHE—BOAFH .
7B, e XN TSR T T — &y M LT 7.

4.3 BEIBE

XN EEBREIUI L Clean R EFH IS W Z RS fEIE
121%, PESQ [36], ESTOI [37], SI-SDR, SI-SNR [38] % ZHll L 7=.

* PESQ [36]: The Perceptual Evaluation of Speech Quality.
2001 £ ITU-T P. 862 I CTHEIS X /=,

* ESTOI [37]: The Extended Short-Time Objective Intelligi-
bility. SOIT [39] KR ZMA b DTH D, ZHIFNHE XNz

-4-



£ 1 VB-DMD IZBI} 3, ZNZHNDEMRICE T 2 MFANIEORER.

PESQT | ESTOIT | SI-SDRT | SI-SIRT | SI-SAR? | Timels]
SGMSE+ | 2.89 | 0.86 16.8 28.4 17.6 6.50
r=1/2,NT| 3.12 | 087 17.4 29.7 182 433
r=1/4,NT | 296 | 087 17.8 293 18.7 3.25
r=1/8, NT | 2.62 | 0.0 12.0 32.6 12.1 2.81

#£2 WSI-C3 2B 3, ZNFNDEMRIZB T 2 AN OF5R.

PESQT | ESTOIT | SI-SDRT | SI-SIRT | SI-SART | Time[s]
SGMSE+ | 2.96 0.91 17.2 32.0 17.4 14.1
r=1/2,NT | 3.05 0.91 17.9 31.8 18.1 8.25
r=1/4,NT | 3.03 0.91 17.2 32.0 17.4 6.56
r=1/8, NT | 2.60 0.85 11.3 34.1 11.3 3.88
S =

BHET—XOHBESLHRI L Vo b0 HfELT 2z %
HEL7-bDTH 3.
SI-SDR [38]: Scale-Invariant Signal to-Distortion Ratio. kb
BT22007—XDERICHLAELIRD LT, HDEA
ZEET 2165 TH 3.
SI-SIR, SI-SAR [38]: Scale-Invariant Signal-to-Interference
Ratio &, Scale-Invariant Signal-to-Artifacts Ratio. [40] 12 TH2Mg
EN7SIR & SAR &, HERICHD SRV 5 IEHERX 28z L
JHEETH 5.

N5 DREREFEE, WITRHEIREIWVIZERENRWE
LERT.

44 RBRRE

FH L SGMSE+ [3] X —R1ZfTo 7. SGMSE+ ®a— K
IZ1E Web TRBHEIM TV 3 b DRFA L. EBL 2 20
Bz o s, F—BPFEE, EncDec ZAIlFRS 2. 2 EXFS
V&, H— BT L 72 EncDec W, IKERE 7LD NN %
AT 2. Z DR, EncDec D% F X — R IXEE T 3. EMERIX
r=1/2,1/4,1/8 ZET L7 fLELE TNV OERICET 2K85
X—&1%2.2.2 62T, Ny FH £ XX, EncDec %l
W3 2B 8 T, IEER 2 Al 285513 16 H 5. Optimizer
1% Adam [41] Z R L, 821X 1074 £ L7z, EncDec IXFIFFIC,
VB-DMD & 124 epoch,WSJ-C3 & 112 epoch %23 L, Diffusion
#B531& VB-DMD & 276 epoch,WSJ-C3 1& 250 epoch 22 X ¥ 7-.
7272 L, Noisy-Train % L 72\ 5& ® EncDec &, VB-DMD 125
WT r=1/41% 116 epoch, r = 1/8 1% 123 epoch 3% L 7=.

FERFRI R R SOV R DI 510 M TH D, AR DK
TEE(F) 13256 L7235, i, 7 MEE 128 sl L. B
F—2E, FTTRTI6kHZ IV V> TV vy 73z 743
BT B B, FIREGERIC B W, R DORITA T =256 ¥ 2 %
XoWr IV ILE

5. & S

#1213, #h 20 VB-DMD, WSJ-C3 123 2 Z A iz o1

(1) : https://github.com/sp-uhh/sgmse/tree/main

#3 VB-DMD &8} %, EncDec % Noisy-Train DFEITOEIIC & 51

2N (4

PESQ? | ESTOIT | SLSDRT | SI-SIRT | SISAR?T
r=1/4 291 | 087 17.2 29.8 17.9
r=1/4,NT | 296 | 0.87 17.8 293 18.7
r=1/8 275 | 082 12.8 30.6 13.1
r=1/8,NT | 262 | 0.80 12.0 326 12.1

# 4 VB-DMD DFHii 7 — ZI23B1F %, Encoder 127 — & & JLIH X 472
B 7 — 2 OFEERZE D
AT

0.096

r=1/2, NT
0.128

r=1/4, NT
0.189

r=1/8 ,NT
0.231

r=1/4
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